LUNAphone SIPURA SPA2100
Im Configuration

LUNAphone SIPURA SPA2100 Configuration

2. In the equipment configuration page (the example shows the most difficult
configuration with DHCP and NAT servers enabled):

Al. “Router” menu, “WAN Setup” subfolder:

SIPURA

technology, inc,

< ipura Phone Adapter Configuration

Router | Vaoice

Status| Wan Setup | Lan Setup | Application e R b

Intermet Connection Settings

Connection Type:

Static IP Settings
Stabic IP:

Gateway:

PEPOE Settings
PREOE Login Marme:

PPPOE Service Name:

Dptional Settngs
HastMames:

Frimary DNS:
DNE Server Order:
Prifmary NTP Server:

DHCP 1|

18%.210.173.11
195, 210173 .1

Manuwal vl

MatMask: 255,255 .255.0

PRPOE Login Password:

Domain:

Secondary DNS:

DNE Query Mode:
Secondary NTF Server:

Parallel -




A2. “Router” menu, “LAN Setup” subfolder:

SIPURA

technology, fat Sipura Phone Adapter Configuration
Router | Yoice
Status | Wan Setup Lan Setup | spplication e L

L&M Metwork Settings

LAM TP Address: 192.168.0.1 LAM IP Metmask: |zE5.255. 2550 -
Enable DHCFP Server: yes - DHCP Lease Time: 24 Hours
[DHCP Client Starting IP Address: 192.188.0.2 Mumber of Client IP Addresses: 50

Static DHCP Lease Settings

Enable Host Mac Address Host IP Address
no - aoooooonooon 192.168.0. 0
no - ooooooaoooon 192.168.0, 0
no - gooooooooooon 192.1658.0, 0
no - ooooooaoooon 192.168.0, 0
na - oooooooooooo 1892.168.0, 0
no - gooooooooooon 192.168.0, 0
no - ooooooaoooon 192.168.0, 0
no - aoooooooooon 192.1658.0, 0
no - aoooooonooon 192.1653.0. 0
no - ooooooaoooon 192.168.0, 0

B1. “Voice” menu, “SIP” subfolder:

SIPURA

technology, inc. Sipura Phone Adapter Configuration

Router ‘ Yoice

User Login  basic | advanced

Info | System| SIP | Provisioning | Regional | Line 1 | Line 2 | User 1 | User 2

ISIP Parameters

Max Forward: 70 Max Redirection: 5

\Max Auth; z SIP User Agent Narme: FVERSION

\SIP Server Mame: FVERSION SIP Accept Language:

DTMF Relay MIME Type: application/dtrf-relay Hook Flash MIME Type: applicationshook-flash
Rermove Last Reg: no - Use Compact Header: no -

ISIP Timer Yalues (sec)

=IP T1: = SIPTZ2: 4
SIP T4 5l SIP Timer B: 3z
|SIP Timer F: 32 SIP Timer H: 32
SIP Timer D 32 SIP Timer J: 32
INWITE Expires: 240 RelNWITE Expires: 30
Reg Min Expires: 1 Reg Max Expires: TZ00
Req Retry Intvl: 30 Req Retry Long Intvl: 1200

Response Status Code Handling
SIT1 RSC: SIT2 RSC:




SIT3 RSC
Try Backup RSC:

RTP Parameters
RTP Part Min:

RTP Packet Size:
RTCP Tx Interval:

SDP Payload Types

MSE Dynamic Payload:
INFORED Dynamic Payload:
G726r24 Dynamic Payload:
G729h Dynamic Payload:
AT Codec Name:

G711a Codec Mare:
G726r24 Codec Mame:
G726r40 Codec Mame:
G729b Codec Marne:

MAT Support Parameters
Handle WIa received:
Insert WI& received:
Substitute WIA Addr:

STUM Enable:

STUMN Server:

EXT RTP Port Min:

User Login  basic | advanced

no =
yes w

216.206,185.195:3475

Indo All Changes

SIT4 REC
Retry Reg REC:

RTP Port Max:
Max RTP ICMP Err:

aYT Dynamic Payload:
G726r16 Dynamic Payload:
G726r40 Dynamic Payload:
MSE Codec Mame:

G711u Codec Mame:
G726rl6 Codec Name:
G726r32 Codec Name:
57293 Codec Mame:

G723 Codec Mame:

Handle YIA rport:
Insert VI& rport:

Zend Resp To Src Port,
STUM Test Enable:
E=T IF:

MAT Keep aAlive Intvl:

Subimit All Changes

1le452

[no ~|
[ves ~|
195.210.173.2
15

B2. “Voice” menu, “Linel” subfolder:

SIPURA

technology, inc.

Router |

Voice ‘

Sipura Phone Adapter Configuration

Info | System | SIP | Provisioning | Regional| Line 1 | |ine 2 | User 1 | User 2

Line Enable:

Streaming Audio Server (SAS)
SAS Enable:

SAS Inbound RTP Sink:

MNAT Settings
MAT Mapping Enable:
MAT Keep alive Msg:

Metwork Settings
SIP Tos/DiffSery Value:

RTP Tos/DiffSery Value:

MNetwork Jitter Level:

SIP Settings
SIP Port:

ExT SIP Port:

SIP Proxy-Require:
ZIP Debug Option:
Restrict Source IF:

YES =

wES T

SMOTIFY

0x63
0xbg

high -

5070

|l—|ine

no. =

SAS DLG Refresh Intvl:

MAT Keep Alive Enable:

MAT Keep Alive Dest;

SIP CoS Value:
RTP Cos Walue:

SIP 100REL Enable:
Auth Resync-Reboot:
SIP Remote-Party-1D0:
RTP Log Intyl:

User Login  basic | adwanced

EPROXT

3 [0-7]
& [0-7]
no -

yes -

no o

o




Call Feature Settings
Blind Attn-#fer Enable:

wfer Wwhen Hangup Conf:

Conference Bridge Ports:

Proxy and Registration
Proxy:

Quthound Proxy:
Register:

Register Expires:

Use DM SRV

Proxy Fallback Intwl:

Subscriber Information
Display Mame:
Password:

Auth 1D

Mini Certificate:

SRTF Private Key:

no -

wEs T
3 |

216.206.188.214:5070
216.206.188.214:5070

LUNABhone PIN

LUNAphone PASSWORD
" LUNApheone PIN

Supplementary Service Subscription

MOH Server:
Conference Bridge URL:

Use Qutbound Proxy:
Use OB Proxy In Dialog:
Make Call without Reg:
Ans Call without Reg:
DMNS SRV Auto Prefix:

User I
Use Auth ID:

yes -
no

yes -

Eleleld

yes -

no =

LUNAphone PIN

yes =|

Call Waiting Serv: IEl Block CID Serv: IEl
Block ANC Sery: lEl Dist Ring Serv: lEl
Cfwd All Sery: lEl Cfid Busy Sery: lEl
Cfwd Mo Ans Serv: IEl Cfwd Sel Sery: IEl
Cfwd Last Sery: IE' Block Last Serv: lEl
Accept Last Sery: lEl DND Serv: lEl
CID Serv: |3resj CWCID Sery: |\,resj

Call Return Seryv:
Three Wway Call Sery:
attn Transfer Serv:
MW Sery:

Speed Dial Sery:

Referral Serv:

Audio Configuration
Preferred Codec:

Use Pref Cadec Only:
G729a Enable:

G723 Enable:
G726-16 Enable:
G726-24 Enable:
G726-32 Enable:
G726-40 Enable:
DTMF Process INFO:
DTMF Process ANT:
DTMF Tx Method:
Hook Flash T= Method:

Dial Plan
Dial Plan:

Enable IP Dialing:

FxS Port Polarity Configuration

Idle Falarity:

Callee Conn Polarity:

User Login ~ basic | advanced

wES *
YEs =
ves T
wEs w
wES *

yes w

f el

G729% -

a
=]
4

yes -

2 2 | =
(=] =] o m

i
4 4 4 4

2
o
4

yes -
yas -
Auto

Mone -

JJJJ

Call Back Sery:

Three Way Canf Serwv:
Unattn Transfer Serw:
VMW Sery:

Secure Call Sery:

Feature Dial Serv:

Silence Supp Enable:
Silence Threshald:

Echo Canc Enable:

Echo Canc Adapt Enable:
Echo Supp Enable:

Fax CED Detect Enable:
FAx CMG Detect Enable:
Fax Passthru Codec:
Fax Codec Syrmrmetric:
FAx Passthru Method:
FA= Process NSE:

Release Unused Codec:

yes -

VEs -

yes -

AHHHHA

medium _=
yes -
yes -
yes -
yes -
yes -
G711y -
yes -
MNEE

yes -

JJJJJJJJJJJ

yes r

(*uw|[3a69711 000 [2-9 mwwwn | Laxx[Z2-9 e wmx xS0 | e xxx, )

Farward =

i

Forward =

Undo All Changes

Caller Conn Polarity:

| [ SubmitAllChanges |

Forward =

NOTE: This interface is visible in case of ip-address/admin/advanced access.




In case of static public IP:4

In Al:
e Connection type Static ip
e Static IP ataip
o Gateway gateway ip
In B1:
e STUN server 216.206.188.198:3478
e STUN server Enable Yes

e STUN test Enable Yes
In B2:
Line enable Yes
Proxy service_ip:5070
Outbound Proxy service_ip:5070
Register No
Use Outbound Proxy Yes
Make Calls Without Reg Yes
Ans Calls Without Reg Yes
Password
Auth ID
User ID
Use Auth ID Yes
Preferred Codec G729a
Use Pref Codec Only No
G729 Enable Yes
G723 Enable Yes
All other setting default

In case of public IP using DHCP:

In Al:
e Connection type DHCP
In A2:
e Enable DHCP server Yes
B1 and B2 are the same as previous.

In case of using NAT (static private ip):

In Al:
e Connection type Static IP
e Static IP Router IP
o Gateway Gateway IP
e Net Mask Net Mask (255.255.255.0)
In A2:
e LAN IP address Local IP-address
e LAN IP NetMask Net Mask (255.255.255.0)
e Enable DHCP server No
B1 and B2 are the same as previous.

In case of using NAT and DHCP:

In Al:

e Connection type DHCP

o Net Mask Net Mask (255.255.255.0)
In A2:



e LAN IP address Local IP-address
e LAN IP NetMask Net Mask (255.255.255.0)
e Enable DHCP server Yes

B1 and B2 are the same as previous.

IINOTE!! In B2 similar changes may be done in Line2 subfolder to activate the second port.



